SIP User ID:  9691234567
Domain:  ip.beeline.ru
Authorization User ID:  9691234567@ip.beeline.ru
SIP proxy:  spb.ip.beeline.ru
5555: Внутренний номер FreePBX, к которому подключается ip-телефон для входящих\исходящих звонков.

Добавляем Trunk

Открываем Connectivity -> Trunks -> выбираем SIP Trunk (chan_pjsip).
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Указываем имя транка. 
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Переходим в pjsip Settings -> General

[image: ]

Далее заполняем pjsip Settings -> Advanced
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В поле Outbound Proxy прописываем значение: sip:spb.ip.beeline.ru\;lr
[bookmark: _GoBack]Для московского региона данное поле не обязательное (можно оставить пустым).

Создаем в FreePBX внутренний номер

Открываем Applications -> Extensions -> Add Extension (PJSIP Extension)
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Добавляем маршрут для входящих звонков

Заходим Connectivity -> Inbound Routes -> Add Inbound Route
В Set Destination нужно указать, куда будет перенаправлен входящий звонок (IVR, групповой вызов, внутренний номер FreePBX и т.д.)
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Добавляем маршрут для исходящих звонков

Заходим в Connectivity -> Outbound Routes -> Add Outbound Route
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В секции Trunk sequence for matched routes выбираем ранее созданный транк «Beeline».
Переходим на вкладку Dial Pattern.
Здесь можно задать шаблоны набора номеров, которые будут отправлены через выбранный транк, в сторону провайдера.

[image: ]




image5.png
All Extensions.

+ Add Extension ~

+ Add New Custom Extension
+ Add New DAHDi Extension

+ Add New IAX2 Extension

+ Add New PJSIP Extension

+ Add New Chan_SIP Extension
+ Add New Virtual Extension




image6.png
Add PJsIP ExtensionfEE)

General Voicemail Find Me/Follow Me Advanced Pin Sets Other

= Add Extension

This device uses PJSIP technology listening on Port 5060 (UDP)

User Extension © 5555
Display Name @ Test_5555

Outbound CID ©

Secret @ 39547238e5f9cech340e96eccefIc8a7
= Language
Language Code © Default

= User Manager Settings

Select User Directory: @ PBX Internal Directory

Link to a Default User @ Create New User

Username ©

Password For New User @ 49455b53f1f0fS082ed0befbsea7201

Groups @ AllUsers X




image7.png
Inbound Routes

Route:
& Edit Extension 5555 (Test_5555)

General | Advanced | Privacy | Fax | Other
Description © 9691234567
DID Number © 9691234567
CalleriD Number © ANY
CID Priority Route © Yes “
Alert Info © None
Ringer Volume Over None
CID name prefix ©
Music On Hold © Default
Set Destination @ Extensions

5555 Test_5555




image8.png
Outbound Routes
Add Route

RouteSettings Dial Patterns | Import/Export Patterns | Additional Settings

Route Name © To_Beeline

Route CID @

Override Extension © Yes “

Route Password ©

Route Type © Emergency Intra-Company

Music On Hold? @ default

Time Match Time Zone: © Use System Timezone

Time Match Time Group © _Permanent Route—

Route Position @

First before
Trunk Sequence for Matched Routes ©

% Beeline

Y

Optional Destination on Congestion © Normal Congestion

Note: Extension Routes is not registered




image9.png
Outbound Routes
Edit Route: To_Beeli

o

Dial Patterns that will use this Route

: To_Beeline

Route Settings Import/Export Patterns H Additional Settings

‘ Pattern Help + ‘

/| [caerp [1] +8

CalleriD





image1.png
+Add Trunk

+ Add SIP (chan_pjsip) Trunk
+ Add SIP (chan_sip) Trunk
+ Add DAHDi Trunk

+ Add IAX2 Trunk

+ Add ENUM Trunk

+ Add DUNDi Trunk

+ Add Custom Trunk

Tech




image2.png
Add Trunk

General | Dialed Number Manipulation Rules | pjsip Settings

Trunk Name @ Beeline

Hide CallerlD © Yes “

Outbound Callerld @

CID Options & Allow Any CID Block Foreign CIDs Remove CNAM Force Trunk CID

Maximum Channels @

Asterisk Trunk Dial Options ©

T
overce 2N
Continue if Busy © Yes “
Disable Trunk © Yes “
Monitor Trunk Failures ©




image3.png
Edit Trunk

Inuse by 1 route

General

PJSIP Settings

General Advanced

Username

Secret
Authentication @
Registration ©
Language Code ©
SIP Server @

SIP Server Port ©

Context @

Transport ©

Dialed Number Manipulation Rules

Codecs

pisip Settings

9691234567 @ip.beeline.ru

Outbound Inbound Both None
e

Default

ipbeeline.ru

from-pstn

0.00.0-udp





image4.png
Edit Trunk

In use by 1 route

General | Dialed Number Manipulation Rules | pjsip Settings

PJSIP Settings

General | Advanced | Codecs
DTMF Mode © RFC 4733
Permanent Auth Rejection @ ves IS
Forbidden Retry Interval © 0
Fatal Retry Interval © o
General Retry Interval © P
Expiration © 120
Max Retries © 10
Qualify Frequency © o

Outbound Proxy © sipispb.ip.beeline.ruvir

Contact User © 9691234567

From Domain © ip.beeline.ru

From User @ 9691234567

Client URI © 5ip:9691234567@ip.beeline.ru
Server URI ©

sipip.beeline.ru

Media Address ©
AOR @
AOR Contact @

sipip.beeline.ru

Match (Permit) ©




